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2 Bxtensions

SIP Trunks
#  Groups [r—
+AddSIP Trunk  + Add gateway & Edit ¥ Delete 3¢ Enable All @Disable All I Refresh Registration
4 Contacts
@  SIP Trunks Search...

Main Trunk NO soxs (5550 50 9 PSTN (sla & g0 loss (gom (idu 10 aiS Gl | o il )5 ai s oo 5b 0,2 )0 (s
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Add PSTN Gateway

Select Brand

Grandstream B

Select model/device

Grandstream GXW-4104 B

Number of Physical PSTN Ports on device

4

|4l»
i 4

Main Trunk No

1119

OK Cancel

u9 55 2 ! vyol Registrar/Server/Gateway Hostname or IP ;s General o5 o ax idw 0

355 3y 1y o,
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General DIDs Caller ID Options Inbound Parameters Outbound Parameters

Trunk Details

Enter name for Trunk

Grandstream GXW-4104

Registrar/Server/Gateway Hostname or IP

192.168.1.50 5060 =]

Tone Set Selection

Mo Tonesets available

Number of SIM Calls

4 =

Number of Physical PSTN Ports on device

[4]+

E

Do not require — |, Type of Authentication .|l ac4exs ;g Authentication caud o am s jo

s L8 IP Based

Authentication

Type of Authentication

Do not require - IP Based |Z|

Authentication ID {aka SIP User ID}

10000

Authentication Password

sepehr123 @

3 Way Authentication

Olegdass jo 4 ail awsls b 4 |, Authentication Password 4 Authentication ID iz ol )0

ol o)y 1y ol abg e Gie b o elai S 59

5 a8lol (09,9 slo wled 23 s sl DID Rule G ol inbound Rules 54,0
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v Add Inbound Rule “ & Help

=

@& Phones

3 Bxtensions

General
Groups
Name
2 Contacts
Grandstream
@ SIPTrunks

DID/DDI
¥ Inbound Rules
1111 -

4 Outbound Rules

G  Digital Receptionist
Route calls to
& RingGroups
Destination for calls during office hours

4 call Queues IZI

Extension
& Bridges

200 =

1B FAX Extensions

5 sl (9,5 sle wled (sl e S OUtbound Rules g0 4o 4

General

Rule Mame

Grandstream.Outbound

Apply this rule to these calls

Calls to numbers starting with prefix

g
Make outbound calls on
Configure up to 5 backup routes for outgoing calls. Each route can be configured differently
strip Prepend
Route 1 Grandstream GXW-4104 H bl H
Route 2 BLOCK CALLS B . B
Route E BLOCK CALLS H e H
Route - BLOCK CALLS H 0 B
Route 5 BLOCK CALLS H g H
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Sawmled 3,091, 3CX 9, o g1 Leyol Accounts >> General Settings

GXW410X PSTN Gateway

%mm Accounts Settings Networks Maintenance EXO Lines

[T General Settings

Account 1

General Settings Account Active: @ Yes T No

Account Name: pl (Optional, name of your profile)

SIP Server: 192.168.1.17 (Server domain name or I[P address)

_ Outbound Proxy: (Domain name or IP address if in use)

s Authenticate ID . SIP UserID . Channels 4 Ly, sla alé User account oo j0 o5 et 4o

Son g <SSl olsul 4o abgs e slaald b gilae wb o)lge ool ol » |, Authenticate Password

.ol 3ex Ll 55, 40 Authentication

GXWA10X PSTN Gateway

%ﬁm&‘ Accounts Settings Networks Maintenance EXO Lines Line Analysis

Version: 1415

m SIP User Accounts

SIP UserID Setting

Channel(s) SIP User ID Auythenticate ID Authen Password SIP Account
User Account l j 10000 . 10000 [TITT] Accountl -
.2 j 10000 . 10000 [TTITIT] Accountl -
3 | 10000 ' 10000 cenee Account 1 »
;4 j 10000 . 10000 [TTITIT] Accountl -

All Rights Reserved Grandstream Metworks, Inc. 2004-2012
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U asle |y abgs 5o Sleulass Channels Settings >> Calling to VoIP  isw o ¢ 2 Settings s o)l

GXW410X PSTN Gateway

%rdsﬁeam

S bl 5

Accounts Settings Networks Maintenance EXO Lines Line Analysis
Version: 1.4.1.5

M Channels Settings

Channels Settings

DTMF Methods(1-7): chi-4:1; (default 1)
(L:in-audio, 2:RFC2833, 3:1+2, 4:SIP Info, 5:1+4, 6:2+4, 7:14+2+4)

No Key Entry Timeout(X1s): chi-4:4; (1-9. default 4)
Local SIP Listen Port: ch1-4:5060++; (default ch1-8:5060++;)
SRTP Mode(1-3): chl-4:1; (default 1)

(l:disabled, 2:enabled but not forced. 3:enabled and forced)

www.persianvoipshop.ir

info@persianvoipshop.ir

Unconditional Call Forward to Following:

I User ID: chl-4:1111; I (ie chl-2:223:ch3:224)
SIP Server: chl-4:pl; (ch1-2:pl:ch3:p2)
SIP Destination Port: ch1-4:5060; (ch1-2:5060,ch2:7080)
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